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Dinstar DWG Supports Your Needs:

Mobile PBX
Termination
Failover for F

72—

GSM/CDMA | -~

1. Enter your AskoziaPBX server’s ip in the web browser, then input username and password,
When you login in, click the “Phones” label, then “SIP”:
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Add a sip extension 101, password “123456”.
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» Advanced

Accounts: Edit SIP Phone

General Settings

Number 101

The number used to dial this phone. Use this number as your username.
Caller ID |101

Text to be displayed for Caller ID.
Language English (US) |~

Audio prompts will be played back in the selected language for this account.
Ring Length indefinitely | |

The number of seconds this phone will ring before giving up or geing to voicemail.
Description |101 |

‘You may enter a description here for your reference (not parsed).
Security
Password

This account’s password.
Public Access allow this number to be reachable over the Internet
Block Providers dwg

Block access to the providers selected above.

2. Chose the “Providers” option, then click “SIP” label:

Accounts: Edit SIP Provider

General Settings

IP

The DWG gateaway’s use

When The prefix of dialing
number is “9”, the pbx will

Name |dwg |
Dascriptive name for this provider. The DWG gateway’s
SEE 1172.16.90.90 [ » address
ort.
Username F_mo | I_>
= [ 100" as sip user id
Language English (UUS) (=]
Audio prompts wil be played back in the selected nguage for this account.
Public Number |
This "external’ number will be read back to the caller when reaching voicemail;
defaults to account's username if it is numeric. If it is not, the internal extension
this call was routed to wil be read back.
Call Routing
Outgaing 9|, ;
Patterns -
nter patterns, one per ing, to defing this provider's outg
"XI" to use this provider for all outgoing calls. To access tH send the call to DWG
"9" prefic, enter "9|.". If no patterns are entered, only indommoaswmroe
accepted.
« + - adds a prefix (i.e. "1+555" matches "555" and passas "1555" to the
provider)
+ | - removes a prefix (i.e. "1|555" matches "1555" but only passes "555"
to the provider)
e X - matches digits 0-9
e 7 - matches digits 1-9
e N - matches digits 2-9
e [13-5] - matches any digit in the brackets (here, 1,3,4,5)
+ . - matches one or more characters (not allowed before | or +)
« ! - matches zero or more characters (not allowed befora Lor &)
— = When the
Coming
e I | 101 <101> | —

extension 101 will ring

pbx get

a

incoming call from dwg, the
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Failover none [«

ol If an outgoing call to this Provider fails, try routing it over the account selected
above. Diglpatterns must be compatible, no extra care is vet faken to match
them.

Caller ID Options

Codecs 4

Advanced Options -
IF‘.eg'stration Do not register with this prnvider.l

Completely override the generated registration string with a rmanuzaly defined

one.
Qualify 2 [+] seconds

The provider will be contacted this often to check its avaiability.
NAT ahways use NAT mode. (]

Is there 3 NATing device between the PBX and this account?
DTMF Mode fc2833 El
Authorization
User

Some providers require a seperate username for authorization.
Defaults to username entered above.

From User

Some providers require a seperate 'from’ user.
Defaults to username entered above.

3. Now we have finished the configuration of the AskoziaPBX, let’s config the DWG2008, first
enter the IP address of the DWG2008 in the browser, the default username and password is

the same: “admin”.

Mobile Information

Remaining Call

Port  Type IMSI Status Duration(min) Carrier Signal Quality
v] GSM 460013611933436 Mobile Registered MNo Limit CHINA UNICOM GSM Tl
1 GSM 460013611933406 Mobile Registered MNo Limit CHINA UNICOM GSM Tl
2 GSM No SIM Card MNo Limit T
S GSM No SIM Card Mo Limit T
4 GSM No SIM Card Mo Limit T
5 GSM No SIM Card Mo Limit T
6 GSM No SIM Card Mo Limit T
7 GSM No SIM Card Mo Limit T
SIP Information
Port SIP User ID Register Status Status Port  SIP User ID Register Status Status
0 wport1 Registered onhook 1 wport2 Registered onhook
2 Unregistered onhook 3 Unregistered onhook
4 Unregistered onhook 5 Unregistered onhook
B Unregistered onhook 7 Unregistered onhook
| IP=—
4
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4. Chose the “SIP config” option under the “System Parameter”, then modify like below:

SIP Configuration

|__SiPsenerAddress _____________lyodsodar ||
SIP Server Port(default: 5060)
Outbound Proxy
Outbound Proxy Address |:|
Cutbound Proxy Port
Use Random Port @ No © Yes
Local SIF Port
s Register 9 No ) Yes
Keepalive Interval(range:0 - 3600s,0 means disable) 5
Enable 100rel @ No © Yes
Refer to Use Target Contact @ No © Yes
From Mode when Caller ID Is Available n
From Mode when Caller ID Is Unavailable
Answer Mode [answered  [+]

Then click the “save” option to save this page.

5. Chose the “Port Config” option to config the fxo port, | just have one analog pstn line which
insert to the port0, so the configuration should like this:

Port Configuration

All ports register used same user 1D @ No @ yes
Current Port

SIP User 1D

Authenticate 1D

Authenticate Password

Tx Gain (0dB [«

) Offhook Auto-Dial is “900”, it
Fx Gain ﬂ
means the DWG2008 will

ToVOIP Hotline send the number “900” to

To PSTH Hotline AskoziaPBX when the fxo

Auto-Dial Delay Time l:l receive the incoming call.
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6. Chose the “Service Config” option to modify the last step:

Enable PSTM Incoming Configuration © No @ Yes

Auto Qutgoing Routing Type mﬂ

IP to PSTH One Stage Dialing
Redirect Lall whnen Al Pors Busy @ Mo ) Yes
Play Voice Prompt for PSTN Incoming Calls @ Mo @ ves

DTMF Parameter

DTMF Method RFC2833 |« |

RFC2833 Payload Type |1D1

DTMF Volume (0dB [

DTWF Interval | 200

Then save the webpage.

7. Chose “Port Group” option under the “Port Group Configuration”, add a gsm port group:

Port Group Modify

Index [0 |
Description [all |
Select Mode [cyclic acsending [~]
Port Port0 Port 1

Port 2 Port 3

Port 4 Port 5

Port 6 Port 7

[oK] [Reset| [cancel

Then click “OK”.

8. Chose “IP->Tel Routing” option under the “Routing Configuration”, add a routing group:

" IP->Tel Routing Modify

Index |31 |
Description [all |
Source Prefix |any |
Source IP @ |p |Any |z|

@ 1P Group | [~]
Destination Prefix |any
Destination @ Port [0 [~]

@ Port Group [0 <all> [~]

[oK]| |[Reset| |[cancel]
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9. Chose “Tel->IP Operation” under “Operation”, Add one:

Tel-=IP Operation Modify

Index |9 |
Source Prefix |any |
source Port @ part [Any =

© Port Group [0 <l= (]
Destination Prefix |an].r
Operation © Forbid Call

@ Allow Call

[¥] Auto Call [l Password Authentication
Description |autn

[oK| |[Reset| |[cCancell

10. The last step is to restart the DWG2008, chose the “Restart” option under “Tools”, click the

Restart.

Restart
+ System Information

+ Network Configuration Click this button to restart the device.
+ Mobile Configuration

+ Routing Configuration

. Manipulation
Configuration

+ Operation

* Eg:ﬁ(;[lorgzon

+ |IP Group Configuration

+ System Configuration

are Upload
Prompt

Wait just one minute. Then use the sip phone 101 which registers with AskoziaPBX to call out

and call in.
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